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Abstract: Biometrics, which has become integrated with our daily lives, could fall
prey to falsification attacks, leading to security concerns. In our paper, we use
Transient Evoked Otoacoustic Emissions (TEOAE) that are generated by the
human cochlea in response to an external sound stimulus, as a biometric modality.
TEOAE are robust to falsification attacks, as the uniqueness of an individual’s
inner ear cannot be impersonated. In this study, we use both the raw 1D TEOAE
signals, as well as the 2D time-frequency representation of the signal using Con-
tinuous Wavelet Transform (CWT). We use 1D and 2D Convolutional Neural
Networks (CNN) for the former and latter, respectively, to derive the feature
maps. The corresponding lower-dimensional feature maps are obtained using
principal component analysis, which is then used as features to build classifiers
using machine learning techniques for the task of person identification. T-SNE
plots of these feature maps show that they discriminate well among the subjects.
Among the various architectures explored, we achieve a best-performing accuracy
of 98.95% and 100% using the feature maps of the 1D-CNN and 2D-CNN,
respectively, with the latter performance being an improvement over all the earlier
works. This performance makes the TEOAE based person identification systems
deployable in real-world situations, along with the added advantage of robustness
to falsification attacks.

Keywords: Person identification system; cochlea: transient evoked otoacoustic
emission; wavelet transform; convolutional neural network

1 Introduction

Biometric identification has seen enormous growth in the past decade, with researchers coming up with
novel and innovative approaches. Traditional biometric systems such as passwords and access cards have
now been supplanted with advanced systems, utilizing the unique and inborn traits of an individual.
Smart phones around the world are now embedded with fingerprint scanners, facial recognition systems
and voice recognition systems. The US military uses iris identification to identify their detainees.
However, with the rise of advanced forgery techniques, the reliability of such methods is now questioned.
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With widespread use of smart phones, the fingerprint of a user can be easily forged using cheap and
readily available gelatin and mold [1], from the phone screen of the user. A double-identity fingerprint is
a fake fingerprint, created by integrating the features of two fingerprints obtained from two different
individuals.

Ferrara et al. [2] in their study evaluated the performance of double-identity fingerprints and elaborated
on how effectively these double-identity fingerprints could swindle the fingerprint verification systems.
Similarly, researchers at McAfee, the cyber security firm, have been able to trick the facial recognition
system to falsely recognize the image of person A that is presented to the system, as that of person B by
using an image translation algorithm known as CycleGAN [3]. Iris recognition also falls prey to
advanced falsification attacks. There is a need for more secure identification systems using biometrics that
are robust to falsification attacks, especially at sensitive places such as banks, jails or airports. One such
system was a finger-vein based authentication system proposed by Chen et al. [4], where they used a
luminance algorithm to capture high quality finger-vein images.

In our paper, we use low amplitude, low frequency sounds emitted by the cochlea called TEOAE
(Transient Evoked Otoacoustic Emission) as a biometric modality. Like finger-vein, TEOAE signals are
robust to falsification attacks. A TEOAE is a response to a short click stimulus, and is of about 20 ms
duration. Such signals are traditionally used for diagnosing hearing loss in newborns and oldsters. These
signals cannot be stolen, as the attacker would require a complete copy of a person’s inner ear which is
nearly impossible to obtain using forgery techniques.

TEOAE signals are recorded with an earphone having a built-in microphone. Studies have shown that
TEOAE signals show significant differences among individuals [5—7], making it ideal to be considered as a
biometric modality. When the external click stimulus induces the cochlea, it triggers active vibration of the
outer hair cells, which consequently generate the nearly inaudible sound waves, i.e., TEOAE [8—10]. The
resulting TEOAE echoes back to the middle ear and ear canal which is collected by an ear-phone. This
process is depicted in Fig. 1. The TEOAE signals show noteworthy differences among distinctive
individuals due to the fact that the structure of the inner ear varies for each individual. Fig. 2 depicts the
uniqueness of TEOAE signals, and how they vary for four random individuals.
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Figure 1: Measuring of TEOAE signals

Since TEOAE signals are immutable and remain stable for a longer period of time [11], it makes them
ideal against falsification attacks. Time-frequency analysis by Continuous Wavelet Transform (CWT) reveals
the intra-subject stability as well as the inter-subject disparities [12]. Furthermore, Yuxi Liu [12] proved via
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experimentations and quantitative analysis that this biometric modality achieves substantial results while
being robust, irreversible and diverse. Four attacks were simulated by them to verify the robustness of
this biometric system.
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Figure 2: TEOAE signals from 4 random subjects

2 Related Works
2.1 Biometric Using Physiological Signals

In recent years, researchers have been exploring various physiological signals for biometric traits in
order to build person identification systems that are robust to falsification attacks that the traditional
biometric systems are susceptible to. Barra et al. [13] in their work combined the features from both
electrocardiogram and ElectroEncephaloGram (EEG) signals simultaneously obtained from the same
subject, in order to improve the discriminative capability of a biometric system. Such a system was able
to improve the identification performance, even using very basic fusion operators. 32 subjects were
considered by Moreno et al. [14] and a comparison among 40 physiological signals (32 EEG signals and
8 peripheral signals) for biometric identification was carried out. Their study concluded that with the
combination of all the 40 physiological signals, the performance improves when compared to using only
some of the peripheral signals. However, this involved a greater computational cost. BreathPrint [15] for
mobile and wearable devices used the audio signatures associated with the three individual gestures: sniff,
normal, and deep breathing, which were sufficiently distinguishable among individuals. They achieved an
accuracy of 94% for all the three breathing gestures in intra-sessions and found deep breathing gesture to
provide the best overall balance between true positives (successful authentication) and false positives
(resiliency to directed impersonation and replay attacks).

2.2 Biometric Using TEOAE Signals

The introduction of TEOAE signals as a biometric modality was made by Swabey et al. [16]. This study
analyzed the Euclidean distance of the frequency components of the power spectra of these signals. The same
group later approximated the probability density function by estimating the inter-class and intra-class
distances using maximum likelihood estimation to the time series data. The study concluded that
TEOAE:s are a stable, repeatable, non-behavioral time series biometric, and can be classified effectively
using simple statistical techniques [16]. Further study by Grabham et al. [17] revealed the viability of
TEOAE as a biometric modality when combined with other otoacoustic emissions. However, in both
these studies, the training and testing were recorded in the same session, thus not capturing the intra-class
variability and hence curbing its efficiency as a biometric modality.

To overcome the lack of intra-class variability, the first multi-session dataset was collected in a suitable
environment mimicking real life scenarios and evaluated [18]. The author [19] studied person identification
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with TEOAE by obtaining a time-frequency representation of the signal using CWT to obtain features,
followed by dimensionality reduction with Linear Discriminant Analysis (LDA). The study used Pearson
correlation coefficient for verification purpose. Their work however did not fit well with real world
scenarios. Researchers [20] performed authentication tests on multiple sessions. In this approach, the
noise in the dataset was removed by averaging the two recordings. The dataset was then passed to a
Convolution Neural Network (CNN) to identify and verify individuals. The results showed an increase in
accuracy with the mean template compared to the previous CWT based analysis. In our previous work
[21], we proposed EarNet, a deep learning model that is capable of extracting the appropriate filters from
TEOAE signals. The features extracted from the EarNet model were then passed on to three classifiers: k-
nearest neighbor, random forest and support vector machine, for performance evaluation. We performed
identification and verification experiments for single ear as well as fusion of both ears using equal error
rate as the performance metric.

In our work on person identification (as opposed to verification), we use a CWT and CNN combined
approach for feature extraction. Person identification is done using these features, by employing various
machine learning techniques. Our approach achieves a perfect identification accuracy which is an
improvement over all previous works, as seen in the results in Section 4.

3 Proposed Methodology

This section discusses the dataset used, a CWT-CNN approach for extracting the feature maps, obtaining
their principal components, and using these principal components of feature maps as features for
classification using machine learning techniques. The framework of our proposed methodology is given
in Fig. 3.
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Figure 3: Framework of the proposed method using 2D-CNN based feature vectors and ML classifiers for
person identification
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3.1 The Dataset

This study uses the TEOAE dataset developed by the Biometrics Security Lab (BioSec) at the University
of Toronto [18]. The Vivosonic Integrity System has been used for data collection in a regular office
environment with people conversing to create a real-world scenario [12]. The protocol used for data
collection is shown in Tab. 1. The dataset consists of TEOAE signals which are collected from
54 individuals in two sessions. The maximum time interval between the sessions is at least one week.
Two sessions are used in the dataset to achieve intra-class variability, making it a near ideal
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representation of real-world scenarios. The number of TEOAE responses to a stimulus varies for each
individual, from a few scores to more than a hundred. However, the initial responses are unstable, while
the last few responses are always stable for all the individuals. These steady responses appear to be
unique to individuals [12], as seen in Fig. 4. Hence, for this study, only the last ten responses are
considered for each buffer of each ear of an individual. A total of (10 responses % 2 buffers x 2 ears x
2 sessions) 80 TEOAE signals of each of the 54 subjects, summing to 4320 signals are considered. The
Vivosonic Integrity System is used to remove the noise in the raw microphone recording signal and no
other processing was used.

Table 1: TEOAE recording protocol [9,12]

Stimulus parameters STI-mode Non-linear
Click interval 21.12 ms
Click duration 80 us
Sound level 80 dB peSPL
Test control Record window 20 ms
High pass cut-off 6000 Hz
Low pass cut-off 750 Hz

Artifact rejection threshold 5.5dB SPL
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Figure 4: (Top-left to right) Initial 10 TEOAE responses of three different subjects, and (bottom—left to
right) the corresponding last 10 TEOAE responses of the respective subjects. The initial responses are
unstable, while the last responses are stable, and exhibit patterns unique to subjects, as opposed to the
initial responses

3.2 Pre-Processing

TEOAE is generated due to vibrations caused in the basilar membrane in the cochlea, so different
frequency components arrive at the ear canal at different times [8,19]. As time-frequency approach is
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advisable for cochlear mechanisms [20], we use Continuous Wavelet Transform (CWT) to derive a time-
frequency representation from the TEOAE signals (refer Fig. 5) as given by Eq. (1):
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where y(a) is the mother wavelet. s and & are the scale and time translation factors respectively for the

window function W(u).
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Figure 5: Time-frequency representation of TEOAE signals obtained from 3 different subjects, using CWT

The CWT of TEOAE signals of different subjects is given in Fig. 5. Liu and Hatzinakos in their work,
had used a Daubechies 5 wavelet extracted at a scale factor in the range of 5 to 9, which served as a good
time-frequency representation from the original signal [8—18]. In our experiment, we employ Morlet wavelet
as the mother wavelet, with a scaling factor between 11 to 13, which empirically performs better than
Daubechies 5 i.e., it distinguishes individuals with improved accuracy. The Morlet wavelet is given by

Eq. (2):

y(a) = exp%ﬁcos(Sa) 2)

3.3 CNN Based Feature Extractions

Convolutional neural networks are known classifiers that significantly improve the recognition results.
State of the art face identification results were achieved by Schroff et al. [19] using a triplet loss network.
Kang et al. [9] in their work, used CNN classifier for person identification with TEOAE signals. In our
work, we employ various CNN models (refer Tab. 5) for the extraction of feature maps corresponding to
the TEOAE signals. These feature maps, representing the TEOAE signals, form the input to the
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classifiers. The approach of using CNN as a feature extractor (rather than as a classifier) is discussed in
Section 4.

CWT of the TEOAE signal as input to a 2D-CNN model. The feature map obtained using the 1D-CNN is
given by Eq. (3), f: R™ ™k _, RP

fl=n+ Zjv: conle(W’ 1, =1 3)

where bil is the bias of the ith convolutional filter in the final convolutional layer 1, sjl-1 is the jth
convolutional output of the (I-1th) layer, Wjil-1 is the filter coefficient, and convlD (Wji, sjl-1) is the one
dimensional convolution. The feature map obtained using 2D-CNN is given by Eq. (4):

Fla, b] = (i*xk)[a, b] = Zkay lila —x, b —y) “4)

where the input image is denoted by i and our kernel by k. a and b represent the rows and columns of the
resultant matrix while x and y are the rows and columns of the kernel, respectively. Since 2D-CNN based
feature extraction gives us higher accuracy, we explore various pretrained networks such as AlexNet,
VGG-16, ResNet50 along with a simple 2-layer 2D-CNN model. We then evaluate the performance of
the 1D-CNN, the 2D-CNN feature vector and also the concatenated feature arrays of 1D and 2D-CNN
models (Multi-headed CNN). The performance results are given in Tabs. 2 and 5.

Table 2: Hyperparameters for ML classifiers, obtained using GridSearchCV

ML classifier Parameter

SVM Regularization parameter: 0.5
Gamma: scale
Kernel: linear
Tolerance: 0.01
MLP Alpha: 0.001
Activation function: identity
Iterations: 3000
Solver: sgd
Max iterations: 10
Learning rate: constant
RF Estimators: 50
& Maximum depth: 15
Criterion: gini
Maximum features: sqrt
KNN Neighbors: 2
Weights: uniform
& Leaf size: 10
Algorithm: auto
XGBoost Gamma: 0.5
Maximum depth: 3
Minimum child weight: 5
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3.4 PCA on Extracted Features

Since the 1D-CNN and 2D-CNN features extracted earlier have very high dimensions, Principal
Component Analysis (PCA) is used to reduce the dimensionality by generating fewer uncorrelated
variables that maximize variance.

3.5 Classifiers for Person Identification

Performance evaluation is done by passing the extracted CNN-based features to various machine
learning models. In order to assess the generalizability of the proposed models to unseen TEOAE signals,
a K-fold cross-validation (in our case, K=10) is performed. For this, the dataset is split into K subsets
using random sampling (to ensure each part contains samples from all the classes). The identification
experiments are run K times, each time using different K-1 subsets for training and the Kth subset for
testing. The mean and standard deviation for the 10 iterations are noted. The identification results are
discussed in Section 4. The various statistical models used for our evaluation, and the corresponding
hyperparameters values used are listed in Tab. 2. To ensure hyperparameter optimization, we make use of
grid search for all our classifiers.

3.5.1 Support Vector Machine (SVM)

With the kernel K(a, b) = exp(—y * || (a — b) || 2), where a, b are the multiplication of each pair of input
values, v is the scale factor in the range 0 to 1 and || (a — b) || represents the Euclidean distance between a and
b. The radial basis function is used as a kernel here, with all classes having equal class weights (i.e., 1).

3.5.2 Multilayer Perceptron (MLP)

With three hidden layers, and with 100, 150 and 100 neurons, respectively. We run the MLP for
50 iterations with a learning rate of 0.0001, computed using Adam optimizer, with Rectified Linear Unit
(ReLU) as the activation function for all layers given by f (x) = max (0, x).

3.5.3 Random Forest (RF)
Using gini index given by Gini=1 — Xi= In (fi) 2. For our classifier, we use 100 trees, where the square
root of the number of features determine the split factor.

3.5.4 K-Nearest Neighbor (KNN)
Using Euclidean distances between the unseen data point and the five nearest neighbors, given by Dist

d, &)= Dist(d, d') = \/(di —d)) + ...+ (dy — d).

3.5.5 XGBoost
Using a gradient boosting tree algorithm.

4 Experiments and Results
4.1 Experimental Setting

The dataset of eighty TEOAE signal recordings (stable, late responses) of each of the 54 subjects
(totaling 4320 signals) are split into train and test sets in various ratios. We consider three train-test split
criteria, which are 80-20, 70-30 and 60—40 ratios, respectively. In the 80-20 split, we use 80% of our
dataset to train the model and 20% to test the model performance.

Similarly, we split the respective amount of data into train and test sets for the 70—30 and 60—40 splits.
The train and test sets are ensured to have no null values, and class imbalance is avoided. The performances
for different train-test ratios are tabulated in Tabs. 5 and 6.
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4.2 2 D-CNN and 1D-CNN for Extracting Feature Maps

CWT portraits of TEOAE signals are given as input to a 2D-CNN. The corresponding feature maps of
this CNN are considered as higher dimensional features representing the TEOAE signal. A 93,312-
dimensional feature map is obtained, corresponding to each TEOAE signal. PCA is then performed on
these feature maps and the resulting lower dimensional features (in our case, 264 dimensions) are used as
input vectors to build machine learning classifiers (using SVM/MLP/RF/KNN/XGBoost). As a
comparison, TEOAE signals are directly input to a 1D-CNN, whose feature maps are considered as
features representing the TEOAE signals. These features derived from the 1D-CNN are given as input to
build machine learning classifiers. In both the cases (2D-CNN and 1D-CNN), the CNN is used as a
feature extractor. The PCA on the CNN feature maps result in a lower dimensional feature vector
representing the TEOAE signals. The architectural descriptions of our 1D and 2D-CNN models are given
in Tabs. 3 and 4.

Table 3: Description of the architectures of 1D-CNN

Layer type Number Size of Size of Number
of filters feature maps kernel of strides

Image input layer 660 (width) x 1 (channel)

1°* Convolutional layer ReLU layer 64 658 x 64 [3] [1]

2"4 Convolutional layer 64 656 x 64 [3] [1]

ReLU layer

Dropout layer

Max pooling layer 64 328 x 64 2] [2]

3" Convolutional layer 32 326 x 32 [3] [1]

ReLU layer

4™ Convolutional layer 16 324 x 16 [3] [1]

ReLU layer

Dropout layer

Max pooling layer 16 162 x 16 2] [2]

5™ Convolutional layer 8 160 x 8 [3] [1]

ReLU layer

6" Convolutional layer 8 158 x 8 [3] [1]

ReLU layer

Dropout layer

Max pooling layer 8 79 %8 [2] [2]

Flatten layer 632




1860 CSSE, 2023, vol.45, no.2

Table 4: Description of the architectures of 2D-CNN

Layer type Number  Size of feature maps Size of Number
of filters kernel of strides

Image input layer 50 (height) x 660 (width) x 1 (channel)

1°* Convolutional layer ReLU layer 32 46 x 656 x 32 [5 5] [11]

Max pooling layer 32 23 x 328 x 32 [2 2] [2 2]

2"4 Convolutional layer ReLU layer 64 19 x 324 x 64 [5 5] [11]

Max pooling layer 64 9 x 162 x 64 [2 2] [2 2]

Flatten layer 93312

Table 5: Identification results using 1D-CNN based feature vectors, in terms of accuracy (%)

Model (for feature map extraction) Train-test split (%) Classifier accuracy (%)

SVM  MLP RF KNN  XGBoost
1D-CNN 80-20 62.04 95.25 97.68 9293 92.59
70-30 73.61 97.53 98.68 95.67 9637
6040 84.43 97.74 98.97 9641 9531

Table 6: Identification results using 2D-CNN based feature vectors, in terms of accuracy (%)

Model ML classifier Performance metrics (%)

(for feature map extraction) Accuracy Precision Recall F1-Score

2-layer CNN SVM 100 +0.00 100£0.00  100+0.00 100 +0.00
MLP 100 +£0.00 100£0.00  100+0.00 100 +0.00
RF 100 +£0.00 100£0.00  100+0.00 100 +0.00
KNN 100 +£0.00 100£0.00  100+0.00 100 +0.00
XGBoost 99.79+0.16 99.79+£0.16 99.79+0.16 99.79+0.16

ResNet 50 SVM 100 +0.00 100£0.00  100+0.00 100 +0.00
MLP 97.56+0.40 97.56+0.40 97.56+0.40 97.56+0.40
RF 99.69+0.20 99.69+0.20 99.69+0.20 99.69+0.20
KNN 100 £0.00 100£0.00  100+0.00 100 +0.00
XGBoost 99.00+0.46 99.00+£0.46 99.00+0.46 99.00+0.46

MobileNet SVM 100 £0.00 100+ 0.00 100 £0.00 100 £0.00
MLP 60.67+£3.67 60.67+3.67 60.67+3.67 60.67=+3.67
RF 99.93+0.14 99.93+£0.14 99.93+0.14 99.93+0.14
KNN 100 £0.00 100 +0.00 100 £0.00 100 £0.00

(Continued)
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Table 6 (continued)

Model ML classifier Performance metrics (%)

(for feature map extraction) Accuracy Precision Recall F1-Score
XGBoost 99.02+0.42 99.02+0.42 99.02+0.42 99.02+0.42

VGG-16 SVM 100 +£0.00 100 +0.00 100 +£0.00 100 +£0.00
MLP 98.81£0.69 98.81+0.69 98.81+0.69 98.81+0.69
RF 100 +0.00 100 +0.00 100 +£0.00 100 +0.00
KNN 100 +£0.00 100 +0.00 100 +£0.00 100 +£0.00
XGBoost 99.74+0.21 99.74+0.21 99.74+0.21 99.74+0.21

AlexNet SVM 100 +£0.00 100 +0.00 100 +£0.00 100 £0.00
MLP 99.12+£0.65 99.12+0.65 99.12+0.65 99.12+0.65
RF 99.97+£0.06 99.97+0.06 99.97+0.06 99.97+0.06
KNN 100+ 0.00 100+ 0.00 100 +0.00 100+ 0.00
XGBoost 99.65+0.23 99.65+0.23 99.65+0.23 99.65+0.23

DenseNet 121 SVM 100 +0.00 100+ 0.00 100 +£0.00 100 +£0.00
MLP 100 +£0.00 100+ 0.00 100 +£0.00 100 +£0.00
RF 100 £0.00 100+ 0.00 100+£0.00 100 £0.00
KNN 100 +£0.00 100+ 0.00 100 +0.00 100 +£0.00
XGBoost 99.39+0.33 99.39+0.33 99.39+0.33 99.39+0.33

Multiheaded-CNN SVM 100+0.00 100+ 0.00 100 +0.00 100 +£0.00
MLP 100 +£0.00 100+ 0.00 100 +0.00 100 +£0.00
RF 100 +£0.00 100+ 0.00 100 +£0.00 100 +£0.00
KNN 100 +£0.00 100+ 0.00 100+0.00 100 +£0.00
XGBoost 99.74+0.19 99.74+0.19 99.74+0.19 99.74+0.19

Fig. 6 depicts the t-distributed Stochastic Neighbor Embedding (t-SNE) plots that help in visualization
of the feature map representation of the TEOAE signals of the 54 subjects. Each data point in this figure
corresponds to the CNN feature map of a TEOAE signal. The intra-class similarity and inter-class
variability seen here shows the effectiveness of using CNN-based feature maps as discriminating
representations of the TEOAE signals that help in better classification (person identification), rather than
the approach of [9] that uses the CNN as a classifier.

4.3 Performance Metrics

The classifier is evaluated on standard metrics of precision, recall, F1-score, and accuracy. The outcome
of the classification could be True Positives (TP), True Negatives (TN), False Positives (FP) or False
Negatives (FN). True positive refers to the case where subject A is correctly identified as subject A. False
positive refers to the case when some other subject is wrongly identified as subject A. True negative is
the case where all the subjects other than subject A are correctly identified as “not subject A”. False
negative is when subject A is misidentified as some other subject.
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Figure 6: Visualization (using t-SNE) of TEOAE signals (of one ear, one session and one buffer for
54 subjects), represented by CNN-based feature maps, using 2D-CNN (top left) and 1D-CNN (top right).
Figures in the bottom left and bottom right depict the corresponding zoomed-in versions for 10 classes
(2D-CNN and 1D-CNN, respectively) for better clarity. Each colored cluster represents the data points
(feature maps) for one subject

i) Precision (as given in Eq. (5)) is the ability of a classifier to predict the positive samples as positive

out of all the positive predictions made by the classifier.

TP
R | s

precision P+ FP %)
ii) Recall (as given in Eq. (60)) is the classifier’s ability to measure the number of correct positive

predictions made out of all predictions thatcould have been made.

TP

j=— 1 6
Tl = Tp T EN ©)

iii) F1 score (as given in Eq. (7)) is the harmonic mean of Precision and Recall and provides a better
measure of the incorrectly classified cases.

) -
F1 Score — 2% (precision + recall)

(7

precision + recall
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iv) Accuracy (as given in Eq. (8)) is the ability of the classifier to distinguish classes properly.

TP + TN
TP+ TN + FP + FN

accuracy =

®)

4.4 Identification Results

Tabs. 5 and 6 depict the results for various models used in our experiment. When the 1D-CNN based
features are used (derived by directly giving the TEOAE signals as input), SVM classifier gives the
higher performance, with an Fl-score of 99.3. However, there is a boost in performance when 2D-CNN
based feature vectors are used (derived by giving the continuous wavelet transform of the TEOAE signals
as input). The 10-fold cross validation shows that SVM, KNN, RF and (for some CNN models) MLP
classifiers give an average Fl-score of 100. Here, the assumption is that the test set, given by the
randomly selected samples comprising 1/10th of the data, well represents the unseen data. The data,
comprising recordings of the TEOAE signals in two different sessions, separated one week apart, takes
into consideration the intra-class variability. With the test set reflecting this intra-class variability, an F1-
score of 100 implies that the models have generalized well over the training samples.

On a comparative note, we pass the CWT of the TEOAE signals to a 2D CNN used as a classifier (as
opposed to using the CNN as a feature extractor, as we have done so far). The best identification performance
of'the CNN classifier obtained is 95.8%. Fig. 7 shows the comparison in performance of the proposed 2-layer
CNN feature extractor with machine learning classifiers, against the CNN being directly used as a classifier. It
is observed that more robust features are captured by the former when compared to the latter. Since better
identification rates are assured by using the CNN as a feature extractor, our study adopts this approach.

100 100 100 99.76

Accuracy (%)

92 4 —

CNN classifier CNN-SVM classifier ~ CNN-MLP classifier CNN-RF classifier CNN-KNN classifier CNN-XGBoost classifier
Models

Figure 7: Identification accuracies obtained when CNN is used as a classifier and as a feature extractor
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Tab. 7 shows the comparison of the proposed 2D-CNN based identification results with the best
performing identification results among previous works reported in literature. We compare our best
performing Resnet50-CWT and CNN-CWT models with the CWT/LDA method proposed by Liu and
Hatzinakos [18], neural network with SVM and mean templates by Kang et al. [9], and the state-of-the-
art EarNet model proposed in our previous work [21]. Our models outperform all the previous works,
achieving a perfect identification accuracy of 100 +0.00% with bothResNet50 and 2-layer CNN models.

Table 7: Performance comparison of our proposed best performing 2D-CNN based identification systems
with the best performing previous systems reported in literature

Model Accuracy (%)
Ours (ResNet50-CWT) 100 +0.00
Ours (CNN-CWT) 100 +0.00
SVM Template [9] 99.3+1:04
Mean Template [9] 98.6 £1:07
CWT/LDA [18] 92.8

CWT [18] 63.1
EarNet-SVM ™ [21] 99.67 +£0:78
EarNet-KNN* [21] 99.92+0:14
EarNet-RF" [21] 99.23+0:76

A statistical comparison is done on the proposed technique with the state-of-the-art technique [21], by
performing marginal homogeneity tests (Stuart-Maxwell or the generalized McNemar test, and Bhapkar’s
test) [22-25]. These tests are chosen since the outcomes of the algorithms are classified into multiple
categories (54 in our study). Note that if there are two categories, then McNemar test is sufficient. A Chi-
square test is also performed. The p-value obtained in each of the tests is >0.92. Absence of statistically
significant difference between the proposed algorithm and the best performing state-of-the-art algorithm is
understandable, given that the best accuracy of our study is 100%, while that of the contemporary
algorithm being 99.92%. The difference is 0.08%. However, our study introduces CNN embeddings of
the CWT of TEOAE signals as features that are rich in inter-class discrimination, and showcases them as
a viable alternative to the state-of-the-art EarNet embeddings (refer Tab. 7). The proposed technique is
significant, as the unique feature extraction and modeling approach employed here have resulted in a cent
percent accuracy, better than any other technique reported in literature.

Tab. 8 shows the performance time comparison for our 1D- and 2D-CNN based models. We consider the
time taken for feature extraction, feature reduction, and classification using the ML classifiers (SVM, MLP,
RF, KNN, XGBoost) for our various CNN models. All the computations are run on Intel 17-7500U CPU. The
identification system would be considered to generalize well if it performs well on new subjects, never seen
during training. The system would then be considered to be scalable for a real world scenario that would
involve large number of subjects. For this purpose, we split the dataset into training and testing sets, with
respect to the subjects. The signals from 75% of the subjects are considered for training, and those from
the remaining 25% of the subjects are considered for testing. This ensures that the test subjects are not
seen during training. The performance of the ResNet50 based identification model (chosen, as it is the
best performing model in our study as seen from Tabs. 5 and 6), trained using the 75% subjects and
tested on the remaining 25% subjects using various classifiers, is given in Tab. 9. The accuracy of
99.55% (obtained using KNN classifier) shows that the ResNet50-KNN model generalizes well on new
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subjects. This accuracy, along with an overall performance (including feature map generation, dimensionality
reduction and classification) time of 220.52 ms, shows the feasibility of using ResNet50-KNN model for
building a real time TEOAE based person identification system.

Table 8: Performance time for various models for 80-20 train-test split in milliseconds

Model Feature extraction Feature reduction Classification
(msec) (msec)

SVM MLP RF KNN  XGBoost
(msec) (msec) (msec) (msec) (msec)

1D-CNN 0.44 0.001 0.14  0.01 0.05 048 054
2D-CNN 13.08 1.32 143 0.01 0.08 032 0.68
ResNet50 218.25 1.66 096 0.02 0.05 0.61 0.63
VGG16 624.13 0.34 1.08 002 0.06 0.18 0.52
AlexNet 34.96 0.30 0.90  0.01 0.09 0.18 0.56
Multihead CNN  18.11 0.60 1.38 0.04 0.05 029 043

Table 9: Performance of classifiers trained with 40 subjects and tested on unseen 14 subjects using the best
performing ResNet50 feature maps

ML classifier Accuracy (%)
SVM 83.48
MLP 96.43
RF 98.66
KNN 99.55
XGBoost 96.43

5 Conclusion and Future Work

Since TEOAE signals as a biometric are immune to falsification attacks, in our paper we present a person
identification system using these signals. TEOAE responses collected from the University of Toronto’s
Biometric Security Lab is used as our dataset. From the dataset, we obtain a time-frequency
representation of the signals. Our unique approach of using the principal components of the CNN feature
maps, derived from the CWT of the TEOAE signals as feature vectors, for identification using machine
learning models yield state-of-the-art accuracy results. Our solution outperforms all previous works.
Future studies can be done on a larger dataset, and by exploring alternate feature representations of the
TEOAE signal.
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